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QUESTION 1

Which powerful tool supports Element Grouping, Time of Day routing, and Call Admission Control?

A. VGW

B. CUSP

C. CUBE

D. CUCM

Correct Answer: C

The powerful tool that supports Element Grouping, Time of Day routing, and Call Admission Control is CUBE (Cisco
Unified Border Element). CUBE is a powerful routing tool that provides intelligent call routing, call admission control,

and

Quality of Service (QoS) for voice, video, and data traffic. It supports Element Grouping, which allows for multiple paths
for the same endpoint to be used for load balancing and redundancy. It also supports Time of Day routing, which allows

for the selection of a routing path based on the time of day for a call. Finally, it supports call admission control, which
ensures that calls are routed according to the QoS parameters set by the administrator.

References:

[1] https://www.cisco.com/c/en/us/products/collateral/unified-communications/unified-border-element/datasheet-
c78-735741.html

[2] https://www.cisco.com/c/en/us/td/docs/ios-xml/ios/voice/cube/cube-book/cube-book.html

QUESTION 2

Which team is responsible for ensuring that servers designated for use by CCE VMs meet these requirements, including
but not limited to Storage System Performance and IOPS (Input/Output Operations Per Second) Requirements?

A. Design team

B. Deployment team

C. Support Team

D. Sales team

Correct Answer: B

The Deployment team is responsible for ensuring that servers designated for use by CCE VMs meet the requirements
for Storage System Performance and IOPS. This includes verifying that the server hardware meets the specified
requirements, such as the number of drives, drive size, and RAID configuration. Additionally, the Deployment team must

ensure that the server meets the required IOPS, which is determined by the server type, storage system configuration,
and workloads.
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QUESTION 3

What are two functions of a SIP Proxy Server? (Choose two.)

A. centralizes dial plans

B. connects to Call Router

C. handles box-to-box redundancy

D. helps to centralize the administration and call control

E. load balancer for HTTP and SIP

Correct Answer: AD

A SIP Proxy Server is a network element that helps to centralize the administration and call control, as well as the
management of SIP sessions. It can also be used to centralize dial plans, which are the instructions that are used to

route calls.

Additionally, a SIP Proxy Server can be used to provide load balancing, which helps to ensure that calls are routed to
the most appropriate server.

Reference: https://www.voip-info.org/sip-proxy-server/

QUESTION 4

What defines the DialPlan on a Cisco Voice Gateway/CUBE?

A. ATR

B. voice-class

C. Voip voice

D. Dial-Peers

Correct Answer: D

On a Cisco Voice Gateway or Cisco Unified Border Element (CUBE), the DialPlan is defined by the Dial-Peers. Dial-

Peers are used to define the call routing and media flow. They are used to define the route patterns, call forwarding, call
routing, call redirection, and Quality of Service (Qo0S).

QUESTION 5

Which telephony deployment is between a TDM trunk and a VOIP?
A. CUCM

B. CUBE

C. Voice gateway (VGW)
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D. CUSP
Correct Answer: C

The telephony deployment between a TDM trunk and a VOIP is a voice gateway (VGW). A voice gateway is a hardware
or software device that acts as a bridge between a TDM trunk and a VOIP network. It allows TDM and VOIP calls to be
connected and terminated, and can also provide additional features such as call routing, call forwarding, call waiting,
and call recording. CUCM, CUBE, and CUSP are not involved in this type of deployment.
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